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Na‘/ijln IP Telephony

VIP-T6/

Economical IP Agent Phone

Highlights
» HD voice with G.722 codec, AEC, AGC, and wideband support

* Dual SIP lines, 4 programmable keys & 1200-call history capacity
» IPv4/IPv6 dual stack with VLAN, SRTP, OpenVPN & QoS support
- Remote provisioning via TR-069, HTTP/HTTPS, FTP & SIP PnP

» Multiple physical interfaces: RJ9, RJ45, 3.5mm, and foot switch support

Specifications
Model VIP-T67

2 SIP line, 4 custom keys, Handle, Hotline, Speed Dial, Multicast, intercom, emergency call,
Auto answer, IP Direct Call, 10 built-in ringtones / upload custom ringtones, Dial plan, Action
URL & Action URI, Blacklist, Call history: dialed/answered/ missed/forwarded calls(1200 records
for all), Voice self-report: IP address and extension nhumber

Phone features

High fidelity sound quality: HD handle, Wideband codec: G.722, Narrowband codec:
G.711(A/p), G.729AB, G.726, DTMF: In-band transmission (In-band), out-of-band transmission
(RFC 2833), SIP INFO, Full duplex handsfree, Acoustic Echo Cancellation (AEC), Voice Activity
Detection (VAD), Comfort Noise Generation (CNG), Packet Loss Compensation (PLC),
Background Noise Detection (BNE), Automatic Gain Control (AGC), Dynamic adaptive RTP jitter
buffer up to 300ms, 10-30W power amplifier output optional

Web configuration, Automatic Deployment: Support FTP/TFTP/HTTP/HTTPS/ SIP PnP/TR-069,
BIN/CFG configuration export/ import, Contact export/import, CSTA remote control, Network
packet capture and diagnosis, Reset, System firmware upgrade

Support IPv4/IPv6/IPv4&IPv6, IP Address Assignment Mode: Static IP / HDCP, Virtual LAN:
VLAN, Data Link Layer Protocol: CDP / LLDP, SIP v1 (RFC2543),v2 (RFC3261), Support for
redundant servers, ICE, Support STUN(NAT session traversal), Support UDP / TCP / TLS
transport, Support SRTP encryption protocol, SIP trust server(anti-attack mechanism),
HTTP/HTTPS, TR-069 Network Management Protocol, SNMP, SNTP automatically synchronizes
network date and time, QoS: 802.1p/Q tagging (VLAN), Layer3/ToS/DSCP, HTTPS certificate
management, Configuration file encryption, Support information verification mechanism, RTCP-
XR, VQ-RTCPXR, OpenVPN, IEEE802.1X

2 x R19interface : Headset, Headset (Monitor port), 2 x RJ45interface : Network port, PC
port(Bridge mode), 2 x 3. 5mm interface : Headset (Side), Foot switch

Audio features

Configuration and
Maintenance

Network Features

Physical interface

Phone interface 1 x RJ-9 (4P4C) handle port, 1 x RJ-45 10/100M auto-adaptive Ethernet port (Internet port), 1
X Audio Out, 1 x 100~240V AC power input

Phone status indicator: DC12V alarm indicator, Telephone keypad - 12 standard telephone
number keys, Two volume up and down keys - 4 custom keys, Mounting method - Wall
mounted, Package weight 7.5kg, Phone power consumption: 2W, Working environment
humidity: 10~95%, Working ambient temperature: - 10~50°C (+14~122°F)

VIP-T52/VIP-T52P phone, Standard power adapter (Besides VIP-T52P), Phone bracket,
Earphone metal bracket, Quick user guide

Physical Specifications

Packing list
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